
KX-UTG200
n  HD Voice and Full Duplex Speaker Phone

n  3-line Color Graphical LCD

n  Two Gigabit Ethernets, PoE

n  Zero Touch Provisioning

n  Two-year Warranty

SOLUTIONS FOR UNIFIED COMMUNICATIONs

Unmatched Voice Clarity  
and Reliability
The Panasonic KX-UTG200 SIP Phone is a cost-effective communication 

solution that’s easy to use and manage. Delivering innovative technology 

and interoperability for business-class features, the Panasonic KX-UTG200 

helps businesses improve productivity and enhance collaboration with HD 

voice and full duplex speakers. Making sure your business stays up and 

running is a top priority. The KX-UTG200 comes standard with our US-based 

two-year warranty.

1.877.207.0031 
panasonic.com/SIP
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KX-UTG200 Specifications

KX-UTG200 Specifications
LCD Display 3.5-inch QVGA 320*240 Color Graphical TFT LCD
LCD Size 3.5-inch 320 * 240 pix
LCD Backlight Level 1~14
Install Options
Desk Mount Tilt Yes — 2 Positions
Wall Mount KX-A433-B 
Power Adapter DSA-42D-482480063
NETWORKING
Ethernet Ports 2 Gigabit Ethernets
Power Over Ethernet (PoE) Yes-Class 2
AUDIO FEATURES
Handset, Speaker, Headset Volume 8 levels (includes echo cancellation and distortion prevention)
Ringtones 9
Ringer Volume Total 9 levels (0 level is off)
Headset Port RJ9
Electronic Hook Switch Control Port RJ11 Jabra and Plantronics compatible
Hearing Aid Compatible with Hearing Aid TIA-1083 / FCC P68.316 / FCC P68.317 / CS-03
Audio Codec G.711 (A-law and μ-law), G.729AB, G.722, G.726
KEYS
Keys (total) 41
Programmable Keys 24 keys (3 pages of 8)
Navigator Key Yes
SOFTWARE FEATURES
Phone Book Entries 1,000
Call Log Entries 4 lines (Each line: 100 Placed Call +100 Received Call +100 Missed Call)
Conferencing 3 parties (within terminal—multi-party dependent on server)
Music on Hold Support
IP FEATURES
SIP Accounts 4
SIP Compatibility RFC 3261 Standard SIP Server, BroadSoft®, Metaswitch®, Digium®

IP Version IPv4/IPv6
DHCP Client Yes
DNS Yes
HTTP Yes
HTTPS Yes
NTP Client Yes
VLAN (802.1q) Yes
QoS (DiffServ) Yes
sRTP/TLS Yes
RTCP Yes
TFTP/FTP Yes
LLDP Yes
CDP Compatible Yes
NAT /STUN Yes
Refer Yes
Single Common Firmware/Auto Firmware Yes
XML Provisioning Yes
Web Setting/Service Mode Yes
LDAP Yes
802.1x Yes

KX-UTG200 Specifications, cont.
CONFIGURATION
Plug & Play Configuration Server-based configuration, BroadSoft® Device Management Server and 

Metaswitch Network SIP Provisioning Server
Manual Configuration Internal Web Configurator, Local (LCD based) Network Configuration
USB No
AC Adapter Support up to 30.24W
Operating Environment 0°C to 40°C (32°F to 104°F)
DIMENSIONS AND WEIGHT
Lower Position 10.51" x 7.36" x 6.10" (W x D x H) (handset on cradle, stand attached)
High Position 10.51" x 6.69" x 7.08" (W x D x H) (handset on cradle, stand attached)
Weight 2.65873 lb. (with handset, handset cord and stand)
CALL FEATURES
Shared Call/Line Appearance Yes
Flexible Line Appearance Yes
Call Transfer Yes
Do Not Disturb Yes
Call Forward  
(conditional/unconditional) Yes

Conferencing (local/network) Yes
Multi-cast Paging Yes
Call Waiting Yes
Call Park/Call Pickup Yes
Speed Dial/Redial Yes
Busy Lamp Field (BLF) Yes


